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The spectral analysis of uniform or nonuniform sampling signal is one of the hot topics in digital
signal processing community. Theories and applications of uniformly and nonuniformly sampled
one-dimensional or two-dimensional signals in the traditional Fourier domain have been well
studied. But so far, none of the research papers focusing on the spectral analysis of sampled
signals in the linear canonical transform domain have been published. In this paper, we investigate
the spectrum of sampled signals in the linear canonical transform domain. Firstly, based on the
properties of the spectrum of uniformly sampled signals, the uniform sampling theorem of two
dimensional signals has been derived. Secondly, the general spectral representation of periodic
nonuniformly sampled one and two dimensional signals has been obtained. Thirdly, detailed
analysis of periodic nonuniformly sampled chirp signals in the linear canonical transform domain
has been performed.

1. Introduction

The sampling process is one of the fundamental concepts of digital signal processing, which
serves as a bridge between the continuous physical signals and discrete signals. The sampling
process can be marked as uniform sampling and nonuniform sampling according to the
sampling offsets. Theories and applications of uniformly and nonuniformly sampled one
and two-dimensional signals in traditional Fourier domain have been well studied [1-
3]. The spectral analysis of uniform and nonuniform samples has also been investigated
in the Fourier domain [4-6]. However, most of the theories and methods derived in the
literature are only suitable for bandlimited signals of Fourier transform (FT) domain, they
will derive the wrong (or at least suboptimal) conclusions about signals and systems that not
bandlimited in the Fourier domain [7]. For example, signals such as gravity waves, broad-
band chirp signals, and radar and sonar signals may behave as nonbandlimited in the Fourier
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domain. It is therefore worthwhile and interesting to explore the new nonstationary signal
processing tools and derive novel properties of nonbandlimited signals of the Fourier domain
in the new transform domain.

With the efforts of the scientists of signal processing community, many useful tools
such as the wavelet transform, the fractional Fourier transform [8], the Hilbert-Huang trans-
form [9], and the linear canonical transform (LCT) have been proposed to process nonsta-
tionary signals. The LCT, which was introduced during the 1970s with four parameters [10],
has been proven to be one of the most powerful tools for nonstationary signal processing.
The signal processing transforms, such as the Fourier transform (FT), the fractional Fourier
transform (FrFT), the Fresnel transform, and the scaling operations are all special cases of the
LCT [8]. The well-known concepts associated with the traditional Fourier transform, such
as the uncertainty principles [11], the convolution and product theorem [12, 13], the Hilbert
transform [14-16], and the Poisson summation formula [17] are well studied and extended
in the LCT domain. The expansion of the classical uniform or nonuniform sampling theorem
for the band-limited or time-limited signal in the LCT domain has recently been studied
[18-20]. Recently, the authors of [21, 22] address the multichannel sampling problems and
their novel results can be looked as the generalization of the well-known sampling theorem
for the LCT and FT domain. These sampling theorems establish the fact that a band-limited
or time-limited continuous signal in the LCT domain can be completely reconstructed by a
set of equidistantly spaced signal samples, but so far none of the research papers covering
the spectral analysis of sampled signals in the LCT domain have been published. Therefore,
exploring the spectral properties for sampled signals in the LCT domain is worthwhile and
interesting.

Focusing on the spectral analysis of uniformly or nonuniformly sampled signals in
the LCT domain, this paper investigates the spectrum of signals based on the uniform and
periodic nonuniform samples in the LCT domain. The paper is organized as follows. The
Preliminary is proposed in Section 2. In Section 3, the uniform sampling theorem of two-
dimensional LCT is derived based on the definition of LCT and the traditional sampling
theorem. The spectral analysis of one and two dimensional periodic nonuniform sampling
signals is derived in Section 4. Section 5 is the conclusion of the paper.

2. The Preliminary
2.1. The Linear Canonical Transform (LCT)

The LCT with parameters (2 %) of a signal f () is defined as [8]:

1/ F(t)el/DN@/bP-/Dusd/bwl gt 0,
LAw) = LA[F (O] (w) = { V1270 j (2.1)

e](l/Z)cdu f(du) b= 0,

where

>
Il

ab
, det(A)=ad-bc=1. (2.2)
()



Mathematical Problems in Engineering 3

The LCT of two-dimensional signal f(x, y) is defined as [16]:

LY o)) = 87,0 = ([ Gow)Kan (o) dy

-
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1 . . .
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1' ,ej(dzvz/sz)e—j(vy/bz)ej(a2y2/2bz)l A= a by , B= a by )
27jby o1 dh c da

(2.4)

Kp(y,v) =

In this paper we restrict ourselves to the class of the LCT with real parameters, that is, the
parameters in matrix A, B are real numbers.

2.2, The Sampling Theorem of One-Dimensional Signal in the LCT Domain

It is shown in [18, 19] that if a signal is nonbandlimited in the Fourier domain, then it can
be bandlimited in the LCT domain. Therefore, the common sampling theorem in Fourier
domain may not suitable for these nonbandlimited signals. In order to solve these problems,
the uniform sampling theorems for one-dimensional signal in the LCT domain have been
derived as shown below [18, 19].

Lemma 2.1. Assume a signal f (t) bandlimited to Q4 in the LCT domain with parameter A = (24
and b > 0; then the sampling theorem for signal f(t) can be expressed as:

(a/2b)(nr)2 SIN [Qa (t —1T) /b]

_ iame j
f(t) =@ f(nT)el 0t —nT) /b

n=—oo

(2.5)

where T is the sampling period and satisfies T = arb/Q4; and the Nyquist rate of sampling theorem
associated with the LCT is fs = Qa/rb.

Proof. see [18, 19]. O
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Figure 1: The recurrent nonuniform sampling model [5].

2.3. The Periodic Nonuniform Sampling Model

The periodic nonuniform sampling [4-6, 21-23], which also named as recurrent nonuniform
sampling, arises in a broad range of applications. For example [4], we might consider
converting a continuous time signal to a discrete time signal using a series of A/D converters,
and each is operating at a rate lower than the Nyquist rate such that the average sampling
rate is equal to the Nyquist rate. This may be beneficial in applications where high-rate A/D
converters are required. Typically, the cost and complexity of a converter will increase (more
than linearly) with the rate. In such cases, we can benefit from converting a continuous time
signal to a discrete time signal using N A/D converters [23], each is operating at one Nth
of the Nyquist rate. Since the converters are typically not synchronized, the resulting discrete
time signal is a combination of N sequences of uniform samples. Thus, the resulting discrete
time signal corresponds to recurrent nonuniform samples of the continuous time signal.

In this form of sampling, the sampling points are divided into several groups of points.
The groups have a recurrent period, which is denoted by NT and equal to N times the
Nyquist period. Each period consists of N nonuniform sampling points. Denoting the points
in one period by t,, n = 0,1,..., N — 1, the complete set of sampling points are t, + kNT,
n=0,1,2,..., N -1, k € Z. Periodic nonuniform samples can be regarded as a combination
of N sequences of uniform samples taken at one Nth of the Nyquist rate. An example of this
periodic nonuniform sampling distribution is depicted in Figure 1 [5].
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Besides the one-dimensional recurrent nonuniform sampling model, in real applica-
tions we often meet the multidimensional nonuniform sampling. Jenq investigates the two-
dimensional periodic nonuniform sampling model and obtains a perfect spectral recon-
struction method in the Fourier domain [5, 6], Feuer and Coodwin introduce the multi-
dimensional recurrent nonuniform sampling model in [4] and derive the reconstruction
methods based on the filterbanks. It is shown that a specific example of this situation arises
when one utilizes multiple identical digital cameras on the same scene [4].

The signal recovery from one or multidimensional recurrent nonuniform sampling
points are well studied in the Fourier domain; however, there are no paper published about
the spectral analysis from recurrent nonuniform sampling points in the LCT domain. It is
worthwhile and interesting to investigate the spectral analysis and reconstruction in the LCT
domain.

3. The Uniform Sampling Theorems
3.1. The Uniform Sampling Theorem of Two-Dimensional Signals

This section focuses on the uniform sampling theorem for two-dimensional signals in the LCT
domain. Let f(x,y) be an analog two-dimensional signal with its continuous LCT L‘;’B(u, v)
bandlimited to (Qy,Q,) in the LCT domain. In other words, L;"B(u,v) = 0, when |u| > Q,
and [v| > Q,.

Suppose f,(x,y) is obtained by sampling the signal f(x, y) at uniformly spaced grids
Ty and Ty, T, and T, are uniform sampling period on X and Y-axis, respectively, we have

fs(x,y) = i i f(x,y)6(x —nTy)6(y - kTy). (3.1)

n=-00 k=-oo

Then, the spectrum of these samples function fs(x,y) in the LCT domain can be shown in the
following theorem.

Theorem 3.1. Suppose fs(x,y) is obtained by sampling the continuous signal f(x,y) at uniformly
spaced grids T, and T, then the spectrum of these uniformly samples can be represented as:

DL (1, 0) = —pl(iu/261)+ (202 /2b2)]
f Ty
S S aB ZJz'kb ZJrlb (3.2)
Xk_z _ZLf H—T—x 1,'U—T—2
=—owl=—0 Y

x 1(d1/201) (u=Q2k/To)b1)? =j(da/2b2) (0271 / Ty )b)*
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Proof. Applying the LCT to both sides of (3.1), we obtain

+o0
DL (u,0) = ”_ fs(x, y)Kap(x,y,u,0)dx dy

L L i@ b /b))
2.71'] b1b2
(3.3)

+00
. J J o1/ + 0y /)] (@122 /261) (a2 /20)]
-0

+00 +00

X Z Z f(x,v)6(x - nTy)6(y - kT,))dx dy.

n=-00 k=—o0

Rearranging (3.3) and using the identity >;°_ 6(x — kTy) 32 6(x — kTy) =
(1/Tx) 352, e/ Gkmx/T) (1/T,)) 3552, e/ @R7¥/Ty) (3.3), can be rewritten as

1 /1 (a2 2
DLA/B - . ][(dlu /2b1)+(d27] /sz)]
f 2.71'] b1b2 €

.
. f f " (s, y) /D) )] gl a1 20) a2y 20
)

1 +0o i 1 +00 .
x ]T Z e(]ZJrkx/Tx) . ]T Z e(]ZJrly/Ty) dxdy
X k=—0 Y I=—o
S SR S B S RV MEREYeTS)
2.71'] TxTy b1b2

+00 400

N
. Z Z II oof(X,y)e_j[((u—(ZJrk/Tx)ln)x/bl)+(v—(27[k/Ty)b2y/bz)]ej[(mx2/2b1)+(a2y2/2b2)]‘
k=—w0Il=—00 )

(3.4)

The final result can be obtained by the definition of the LCT. O

From (3.2), the spectra of two-dimensional uniform sampling signal in the LCT
domain can be seen as the repetition of L?’B(u, v)e @/ =j(d2/202)0" and these repetitions
do not overlap if we chose the sampling interval T, < arb;/Qx, T, < aby/ Qy. In order to

single out just one copy, we apply a low-pass filter to DL?’B (u,v).

T,T,, |u| <Q, |U| <Q,,
H(u,v) = { Y Y (3.5)

0, others.

So the original signal f(x,y) can be derived by the inverse LCT transform of DL;\’B(u,
v)H (u,v). The reconstruction formula is presented in the following theorem.



Mathematical Problems in Engineering 7

Theorem 3.2. suppose f(x,y) be an analog two-dimensional signal with its continuous LCT
L?’B (u, v) bandlimited to (Qx, ) in the LCT domain. Then the original signal f(x,y) can be recon-
structed by the following uniform sampling formula

£, y) = el it/

+o0o  +oo
x 3T ST f(nTy, KT, )el /20000 @/ 20) (T,

n=—oo0 k=—oo

(3.6)

sin [Qu(x = nTy)/bi] sin [Q, (v — kT) /bs]
Q. (x-nT,) /b Q,(y-kT,)/b,

7

where Ty, Ty is the sampling period in the X-axis and Y-axis, respectively, and satisfies T, <
by /Qy, Ty < by /Q,,.

Proof. From the definition of DL?’B (u,v)H (u,v), the original signal can be derived by the in-

verse LCT transform of DL?’B(u, v)H (u,v). In other words, the original signal can be rewrit-
ten as:

f(xy)=L4"F" {DL?’B(u, v)H (u, v)}(x, Y)

1 +oo
T, II_wKAl (u,x)Kg-1(v,y)

+o0
x H f (e, Ynjo) Ka(xnie, u) Kg (Yn i, v) H (1, v)dxp dyy cdu do

+00
= f f (%, Yni)
+00
x I K a1 (u, x) K 4 (x5, ) Kp-1 (0, ) K (Y, ©) H (u, v)du dv dxy i dyn i

2
= L) Le—wl/zm)xz—(az/zbz)yz
27T b1b2

+oo
X J.f f (xn ynlk)e(al/2b1)x"'kze(a2/2b2)y"'k2
—0o0

+oo
« ff e(l/bl)M(X—Xn,k)e(l/bz)v(]/_yn/k)H(u, v)du do dxn,kdyn,k-
—Q0

(3.7)
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Because

+o0o
JT e(l/b1)u(xfxn,k)e(l/bz)v(yfyn,k)H(u, v)du dv
—00

+Q, A0y i
= TxTy f f el 1/b)ux=x1) o (1/b2)0(y=yn ) 44, dov (3.8)

2sin[Qy (x — X i) /b1] 25in[Q, (y - ynk>/bz]
(x = x4k) /b1 (Y = Yui)/b2

=TT,

Substitute (3.8) into (3.7) we obtain

f(x, ]/) = o~ (@/20)~(a2/2br)y

+o0
n 2 2b, )ynkz
x f(x oY /k)e(al/zbl)x K p(@2/2b2)yn,
J‘J‘—oo I (3.9)

5 T sin [Qy(x — 2, k) /b1] Ty sin [Qy (Y = Ynx)/b2]
(X = Xnk) 7 (Y = Ynk)

dxn,kdyn,k.

The final result can be obtained by substituting (3.1) into above equation and letting the
sample interval to be Ty = b, /Qy, T, = 7b, /Q,,. O

3.2. Special Cases of the Uniform Sampling Theorem of
Two-Dimensional Signals

(1) Let A= (9})and B=(9}), then (3.2) and (3.6) reduce to

R 271' 2o
DL}" LAB - :

_ v " sin [Qq (x — nTy)] sin [Qy (y - KTy )]
f(xy) = Z Z f(nTx, kTy) Q. (x — nTy) Qy(y - kTy)

n=-o0 k=—oo

, (3.11)

which are the well known digital spectral representation and the reconstruction formula of
uniformly sampled two-dimensional signals in traditional Fourier transform domain.
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(2) Let A = ( cosy sinfy ) and B = ( coss sinf, ), then (3.2) and (3.6) reduce to

—sin6; cos O —sin6, cos 6,

DL (1, 0) = 1 oi[(cot 012 /2)+(cot 6,02 /2)]
f Ty
S & 2k 27l (3.12)
AB : . _
x kzz_ml;wa <u— T—xsmGl,v— T—y51n62>

% e—j(cot 61/2) (u—(27rk /Ty) sin 6;)? e—j(cot 02/2)(v-(2xl/Ty) sin 92)2’

f(x, y) — pi(cotf1/2)x*~j(cot62/2)y?

+ +
% f f f(nTx, kTy) ej(cotﬂl/2)(nTx)2+j(cot62/2)(kTy)2

n=—ook=—oo

(3.13)

sin [csc 01Q, (x — nTy)] sin [csc6,Qy (y - kTy)]
csc 01Qy (x — nTy) csc QZQy (y - kTy)

They can be looked as the digital spectrum of a uniformly sampled signal and the reconstruc-
tion formula in fractional Fourier transform domain, respectively.

4. The Spectral Analysis of Nonuniformly Sampled Signals

It is shown in the preliminary Section that the recurrent nonuniform sampling occurs fre-
quently in real applications, and there are many published works on the spectral analysis
methods in the Fourier domain [4-6]. However, these results are only suitable for the band-
limited signals in the Fourier domain and may obtain incorrect results for nonbanlimited
signals of Fourier domain [19]. Because the nonbandlimited signals can be bandlimited in
the LCT domain [8], so it is worthwhile and interesting to investigate the spectral analysis
problems in the LCT domain.

4.1. Spectral Analysis of One-Dimensional Signal from Recurrent
Nonuniform Samples

In above-mentioned, one-dimensional periodic nonuniform sampling model, the mth sam-
pling sequence can be seen as uniformly sampling the signal with sampling period MT:

Sm = [f(tm)/f(tM+m)/f(t2M+m)/' . .]/ (4.1)

the total sampling sequence can be represented as:

5= {f(tkm) | tim = kMT + t,,, m=0,1,2,..., M -1, k € Z}. (4.2)
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Lets,, = [f(tm),0,...,(M = 1) zeros, f(tmem),0,0,...], m =0,1,..., M -1 and shift s, mT
positions to the right, for m =0,1,..., M — 1 to obtain

Smz ™ = [(m zeros) f(tm),0,..., (M —1) zeros, f(tpmem),0,0,...], (4.3)

where z7! is the unit delay operator. Finally, summing up all the subsequences to obtain the
original sequence s = > '5,, 27, therefore the discrete LCT of the periodic nonuniformly
sampled signal sequence s can be derived by the summation of the LCT of M subsequence
Spz™ (m =0 to M —1). The result can be represented as the following theorem.

Theorem 4.1. Let f(t) be an analog signal with its CLCT L?(u) bandlimited to (-Qy, Q) in the

LCT domain; f(t) is sampled nonuniformly with recurrent period MT. Then, the digital spectrum of
these periodic nonuniformly sampled points can be represented as:

0

DLf [f(O] (w) = Z ZL}A‘ u——b+armT

—oom=0

. o/ (1/2)((a=a*d) /b)T?1y? 5j(2rn/ MT)d (u—(orn/ MT)b) (44

e—j[((l—ud)/b)u—(l—ad) (ZJrn/MT)]rmTe—j(ZJrnm/M)

where T is the nominal uniform sampling period, and r,, = (imT —t,,)/T, m =0, 1,...,M — 1 are
sampling time offsets.

Proof. The result can be derived by using the similar methods as in [5] and the properties of
LCT. O

4.2. The Spectral Analysis of Two-Dimensional Signal

Firstly, consider the function fs(x,y) which are obtained by sampling a two-dimensional
signal f(x,y) at nonuniformly spaced grids. The sampling offsets on both X-axis and Y-axis
are periodic and have the period M and N, respectively. That means

Xyp =Uly + Ay, Yupo =0Ty + DAY, (4.5)

where T, and T, are nominal uniform sampling periods on the X-axis and Y-axis,
respectively. Ax, , and Ay, , are periodic sequence with period M on u and N on v. Because
of the periodic structure of Ax,, and Ay, ,, we can let u = kM +m, v = IN + n, where
—w<k I<w,0<m<M-1and0<n < N -1. Then

Xyp = Ul + Axyp = (KM + m) Ty + AXkMamIN+n
=kMT, + mTy + Axyyy = KMTy + mTx + 1y Ty,
(4.6)
Yuov = va + Ayu,v = (ZN + n)Ty + A:VkM-*—m,lNH/l

=INT, +nT, + Aymu = INT, + 1T, + 5y, T,
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where 7y, = AXyp /Ty and sy = Ay, /Ty are the ratios of sampling offsets to the nominal
uniform sampling periods. The sampling signal f,(x, y) can be represented as:

fs(x,y) = f(x,y) x6[x = (Mk + m + Ty n)Tx] x 6[y = (NI + 1+ S )Ty |- (4.7)

The DLCT of this two-dimensional signal f(x,+, Yu,») can be obtained as:

+00 +00

DL}“'B(u/,U’) = > > f(Xuw Yuo)

=—00V=-0

L1 i

% (i /2b1)+(dx0? /2b2)] = [/ uT s/ br+0'0T, /2] (4.8)
2]1'j bl b2

% ej[al(uTx)2/2b1+u2(va)z/2b2]’

where b1b, 20, |A| = |B| = 1.
Based on the properties of the DLCT and (4.8), the digital spectrum of the nonuni-
formly sampled two-dimensional signals can be represented in the following Theorem 4.2.

Theorem 4.2. Let f(x,y) be an analog two-dimensional signal with its continuous LCT bandlimited
in the LCT domain, f(x,y) is sampled periodically with period M and N in the x and y directions.
Then the digital spectrum of these periodic nonuniformly sampled points can be presented as:

1 : '2 '2
DLA'B u/, o) = e][(dm /2b1)+(dav % /2by)]
f ( ) TxTy

+00 +00
x Z ZH(k,l,u',v’)

k=—c0l=—c0 (49)
x @ il(d1/2b:) (W +a17 T~k /MT2)b1)*+(d2 /2b2) (0 + 28Ty~ (21 /NT, )b2)’]

21k 2arl
. L}“'B <u’ + artmn Ty — M—Txbl,v’ + arSmnTy — N_Tyb2>'

where

1 M-1 N-1
H(k, l, u/, U’) _ < ) % Z Z e][(u /bi+a1tmn Ty /2611y Tx— 2ok (M1, ) / M) ]
MN/ 25 = (4.10)

x el [0 /br+azsmuTy/262) Ty =Rl (n+Sm,n) /N)]
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Proof. Following the definition of the DLCT, the digital spectrum of the samples can be
written as:

DL (', v') = f: > filx y)Zyz‘] \/ x el 20+ /202)]

—00 UV=—00

e i [ uTx/br+v'oTy /ba] o pjlar(uTy)? /2b1+a2(vTy)? / 2b2]

+o0  +oo M-1IN-1 . '
Z Z Z Z j[<d1uz/2b1)+(dzvz/2bz)]
27 b1b2

k=—00l=—co m=0 n=0

. e—j [ (kM+m) Ty /b1+v' (IN+n)T, / ba]

(a1 (kM+m)*T,? /2b) +a; (IN+n)*T,? /2b, ]
. e] y

X jf flx,y) x6[x = (Mk +m + 1yn)Tx] X 6[y = (NI + 1+ Sy )Ty | dx dy.

(4.11)

By the Fourier series of 6[x — (Mk + m + 7,,) Tx] and 6[y — (NI + 1 + $,,)Ty], (4.11) can be
rearranged as:

DLAB(u v) = 1 L .ej[(dlu'2/2b1)+(d2v’2/2b2)]
27j \ bibs

M 1N 1
J‘J‘ f(x, ) x e; [t/ T Ty /b1+vsm,,T /ba]

ella (i Tx)?/2b1+ a2 (SmuTy)? /2D5]

mOnO

« e—j[u’x/bl +0'y/by] ej[ul (221 T X) / 201+ a2 (Y* 25 mnTyy) /257 ]

MT. NT,

1 +oo 1 +oo
2k [x—(m+1n) Tl /My o /27y =(tsmm)Tyl/NTy {1, dy.
X k=—co Yi=—oo

(4.12)

The final result can be obtained by rearranging (4.12) and following the definition of the
LCT. O

4.3. Special Cases of the Derived Results

Before introducing the new results, let us investigate the special cases of the derived results.
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(1) When the parameters of LCT reduce to A = (% 1) and B = (% }), (4.9) can be
reduced to

k2 120r
DL (i, H(k,I,u,0")L}" <u' -~ —> (4.13)
T T.T, Ty kzw Z_Z f MT,”” NT,

where

H(k,Lu',v') = ( 1 > N Nz_l I 4+ (k2 / MT)) 1y, Tk 221/ M)
MN/ 2= 73 (4.14)

x ej[(v’+(127r/NTy))sm,,Ty—nl(ZJr/N)] ,

which is the well known digital spectrum of periodic nonuniformly sampled two-dimension-
al signal in Fourier transform domain [6].

(2) Furthermore, when r,,, and s,,, are zeros, In this case, the periodic nonuniform
sampling model reduces to uniform sampling model. It is easy to verify that H(k,l,u',v') =1
when k is an integer multiple of M and [ is an integer multiple of N; otherwise H (k,[,u/',v') =
0. Therefore,

DLAB(u v) = 1 i1 /2b1)+(dy0? /2by)]
Xy
§ i‘j LA < 27K o 2_”1 b >e—j(dl/2b1><u—<2zrk/n)b1>2 (4.15)
k=—c0l=—00 Ty Ty

x @l (d2/2b2) (=K /T)b2)”

which is the digital spectrum of a uniformly sampled two-dimensional signal in linear ca-
nonical transform domain derived in Section 3 (Theorem 3.1).

(3) When the parameter of LCT reduces to A = <f:fn961] zg;gi ) and B = <f:isn9§2 sg;gzz >,
then (4.6) reduces to

DLA,B(uI v’)= 1 ej[(dlu’z/2bl>+(d2v’2/2b2)]
T, Ty,

+00 +00

x Z Z H(k,1,u',v")
k=-ool=-o0 (4.16)
—jl(d1/2by) (' +a1 1 Tx—(2ork / MTy )b1 +(d2/2b2) (V' +a28mn Ty— (27l /NT, )bz) ]

2ok 2l
X L?'B (u' + alrm,,,Tx = M_Txbllvl + asz,nTy - N_Tyb2>’
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where

1 M-1N-1 o
H(k, l/ u/, ‘U,) — ( > x Z e][(u csc 01+cot 017y, Ty /2+(k27r / MTy) )1 Te—mk (227 / M)
MN/ 5= (4.17)

(v'csc O+t 028, Ty / 2+ (121 /NTy)) S n Tyy—1l (271 /N) |

7

x ell

this result can be looked as the digital spectral of two-dimensional signals in the fractional
Fourier domain.

(4) For one-dimensional case, when the parameter of LCT reduces to A = ( f;’fnee Z"g;g ,
the results of Theorem 4.1 reduce to the results of fractional Fourier transform domain of [24],
and reduce to the results of Fourier domain of [5] when 6 = o /2.

From the above-mentioned special cases of the Theorem 4.2, we conclude that the
formula we derived is more general and more suitable for nonstationary signal processing.
Because of chirp signal is one of the mostly used nonstationary signal in the Radar signal
processing society. Therefore, the properties and potential applications of this result for chirp
signal processing are investigated in the following Sections.

4.4. The Spectrum of Chirp Signals in the LCT Domain

The chirp signal can be looked as one of the typical nonstationary signals in modern signal
processing community. It is shown that the LCT is one of the most important tools for
chirp signal processing. It is therefore worthwhile and interesting to investigate the spectrum
of chirp signal in the LCT domain. It is easy to derive that when (a;/b1) + m; = O,
(a2/by) + my = 0, the continuous LCT of a two-dimensional chirp signal f(x,y) =
Cel (@ x+(1/2)m2) pj(way+(1/2)m2y?) can be obtained as:

L (u,0) = < _b11b2 el /2b1) ey’ /262] -6<w1 - bi> -6<w2 - b%) (4.18)
1

Substitute (4.18) in (4.9), the digital spectrum of two-dimensional chirp signal can be repre-
sented as following theorem.

Theorem 4.3. Let f(x,y) = Cel@ix+(1/2mx®) pj(wry+(1/my®) then the digital spectrum from the
periodic nonuniformly sampled signal points with period M and N in the x and y directions, respec-
tively, can be represented by the following:

C 1 1 ) " iy +oo  +o0
DLA'B(u’ o) = el l(d?/2b1)+(dyv? /2b)] Z Z H(k,I)
AR Varj | bib: TiT, '

k=—00l=—00

u 2ark v ap 27rl
: -\ T mnTx - - ' 7 mnT - 7
5[“” <b1+b1r ' MTx>]5[w2 <b2+bzs Y NTy>]

(4.19)
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Figure 2: The spectrum of uniform sampling points.
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Figure 3: The spectrum of nonuniform sampling points with M = 3.

where
1 M-1N-1
x Z ej[(wl—(ul/2b1)rm,nTx+(47rk/MTx))rm,nTx—mk(ZJr/M)]
MN 2= = (4.20)

x el [(@W2=(a2/262)8 Ty +(47l/ MTy)) S Ty=nl (270 /N)]

H(k,1) =

Proof. This formula can be derived by substituting (4.18) in (4.9), and applying the properties
of the discrete Fourier transform. O

This theorem indicates that the LCT of a two-dimensional chirp signal from periodic
nonuniform sampling points contains line spectra components in the LCT domain, with
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Figure 4: The spectrum of nonuniform sampling points with M = 4.
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Figure 5: The spectrum of nonuniform sampling points with M = 5.

the magnitude at (k,I) being H(k,I). The difference between the uniform and periodic
nonuniform sampling points is that for periodic nonuniform sampling signals, it will pro-
duce some additional pseudo spectra in the same LCT domain besides the main spectral
component.

4.5. The Simulation Results

In order to show the importance of spectrum analysis of the sampling points associated with
the LCT, we choose the recurrent nonuniform sampling model as an example to perform the
simulation in the LCT domain.
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Figure 7: The spectral of nonuniformly sampled signal with N =4, M = 3.

Firstly, we choose the chirp signal as f(t) = exp{j(5t — 6t?)}, the sampling period
T = 0.2sin a period [-10, 10]. The spectral of uniformly sampled signal is plotted in Figure 2,
it is shown that the uniform sampling in the time domain will produce the periodic spectrum
in the LCT domain as reflected in Lemma 2.1. Figures 3, 4, and 5 plot the spectrum of
nonuniformly sampling points for M = 3, 4, and 5, respectively. From these simulation results,
we can see that it will produce additional M — 1 pseudospectra in the same LCT domain
besides the main spectral component. This was coinciding with the derived results shown in
Theorem 4.1.

Secondly, we choose the two-dimensional chirp signal as f(x,y) = exp{j(5x —
6x?)} exp{j(y — y*)}, the sampling period of x and y is equal and choose to be T = 0.2s
in a period [-10,10]. The spectral of uniformly sampled signal is plotted in Figure 6, it is
shown in the simulation that the spectra of two-dimensional uniform sampling signal in the
LCT domain are periodic as reflected in Theorem 3.1 of the paper. The spectral of periodic
nonuniformly sampled signal with N = 4, M = 3 is plotted in Figure 7.
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From Figures 6 and 7, we can conclude that the LCT spectrum of periodic nonuniform
sampling points for two-dimensional chirp signals will produce the pseudospectra in the
same LCT domain besides the main spectral component, as reflected in Theorem 4.3 of the

paper.

5. Conclusion

Based on the spectral properties of uniform and nonuniform samples in the LCT domain,
this paper investigates the spectrum of one and two dimensional periodic nonuniformly
sampled signals in the LCT domain. The digital spectral representation of one- and two-
dimensional periodic nonuniformly sampled signals in the LCT domain has been obtained,
and a detailed analysis for chirp signals has been carried out. The derived results can be
looked as the generalization of the traditional results in the Fourier domain and fractional
Fourier transform domain and more suitable for the nonstationary signal analysis and
processing. The future work direction will be the spectrum analysis of Nth order periodic
nonuniform sampling [23] points and the spectrum reconstruction from the periodic or Nth
order periodic nonuniform sampling signals in the LCT domain.
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